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A Improved Method for Robust Speech Recognition
L IU Jing hua

(College of Information Science and Engineering, Huagiao Universty , Quanzhou 362021, China)

Abgract : In order to improve the speech recognition accuracy in noisy environments, an algorithm proposed, which
combines the sgnal level with the characteristic parameter level antinoise algorithm. At first, MM SE algorithm is used
for the speech enhacement module, and then, new robust features RAS M FCC efectively suppressed the additive and
convolutional noise. The results show that this algorithm effectively improves the speech recognition accuracy in noisy en-
vironments ,especially in low signal-to-noise ratio (SNR) conditions.
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